I am starting up a new telephone / video network.
I want to help my customers` migration from pstn/gsm to voip/wi-fi.

This is the reason for what I need to reroute my customers` incoming calls trough my DID to VoIP. I can resolve this as described on the POINT 1 BELOW.

YOUR DIFFERENT SOLUTIONS HIGHLY WELCOME
AA-I need the following configuration to start:
-server intel P4 2.8 GHz HT

  2 GB DDR ECC

  80 GB SATA

-bandwith  5 Mbps burstable to 10Mbps(up to 50 concourrent calls X 250 CUSTOMERS)
-STATIC IP`s n.3

-what is support?
-SSH  access 
-Asterisk 1.2.10 installed ( OR YOUR SOLUTION)
------THE SOLUTION MUST BE SCALEABLE !!!!!!
TELL ME THE MONTHLY FEE FOR THAT.

BB-We would like to start configuring the system approximately as follows:

1-call trough =call start from my customer`s pstn/gsm dialling DID number (or your POP number)
>>>DID (or your POP number?) is mapped to Asterisk (or your system)
>>>Asterisk (or your system) prompt my customer to dial DESTINATION number
>>>my customer dial the destination number
>>>DESTINATION number is sent to TERMINATION company
>>>TERMINATION company send the call to pstn/gsm)
[using ASTERISK, the customer don`t need to be prompted. 

He can dial in one time the DID+extension+destination number . ex:  00393391812321p1012#pp442070259547] – CAN YOU DO THE SAME?
How your system manage the above point 1 ?

2-gsm/pstn/web CALLBACK

3-voip-voice

4-international calling CARDS

5-softphone

6-wi-fi - hot spots
7-voicemail
8-videoconferencing
9-vpn

10-billing system

11-web site hosting

12-static IP`s

13-trial start up will need 1Mbps for about 30 concourrent calls.

14-give me the price of additional bandwith .

So,please, should be helpful you to give me the roughly cost of above configuration and (IMPORTANT) a contact engeneer in order to plan the future and build a scalable network.
I WANT TO START WITH POINTS 1, 2, 3 described above. OTHER POINTS LATER

-THE STARTING UP FEES ARE EXP<ECTED TO BE VERY LOW, BECOUSE WE WILL HAVE NO PROFIT FOR SOME MONTHS.

